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67 ABSTRACT

Methods, an encoder and a decoder are configured for
transition between frames with different internal sampling
rates. Linear predictive (LP) filter parameters are converted
from a sampling rate S1 to a sampling rate S2. A power
spectrum of a LP synthesis filter is computed, at the sam-
pling rate S1, using the LP filter parameters. The power
spectrum of the LP synthesis filter is modified to convert it
from the sampling rate S1 to the sampling rate S2. The
modified power spectrum of the LP synthesis filter is inverse
transformed to determine autocorrelations of the LP synthe-
sis filter at the sampling rate S2. The autocorrelations are
used to compute the LP filter parameters at the sampling rate
S2.
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